—figk9 B WebRTC
*yb7—=2
XAXT 7 L

.'\"\-\.\_

J—

Usdr B |
LAHE

-
: 3
__:..':

Gateway B

##Call control _
=ignaling Media

J

GEtEWET%EtEWE? L
R )

“Call control Call control ;
~Signaling e —— = Signaing
Thedia___ r-ll;‘ T —Medi .
o L H A
AT

Application / TURN / Multipoint / Recording server

=g

__.1U5er C



Docokame
WebRTC
Yy b7—7
RAXNYT T L
RTSP
RTMP
o MPEG-TS
Video udaio SRT Strea
H.264 Opus/PCM g ming
AAC Server
H.265 Server
RTSP
g Audio TS
Id€0  Opus/PCM )
Encoder H.264 AAC SRT L
H.265 HLS
ONVIF
AXISODA XS, Tod—X—HEEe<{aOXLXT /g%gg J
WebRTCHER(E AV AT 4E, — 9




Docokame®WebRTClL> > 7L

e MHRD v b7 — 7 BERz 2 £ D £ X H AR 8E,
AXISIZOpusZ#HHR—F L TWBADTARXL A TERETE

o« 5FIC
Do



	スライド番号 1
	スライド番号 2
	DocokameのWebRTCはシンプル

